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INVITE sip:masashi-ito@sip.com SIP/2.0

Via: SIP/2.0/UDP sip.com

From: sip:meijo-u@sip.com

To: sip:masashi-ito@sip.com

Call-ID: id-masashi@sip.com

CSeq: 8348 INVITE

Contact: <sip:contact@sip.com>

Content-Length: 436

Content-Type: multipart/mixed; boundary=unique-boundary-1
MIME-Version: 1.0

--unilue-boundary-1
Content-Type: application/SDP; charset=1SO-10646

V=0

O=jpeterson 2890844526 2890842807 IN |IP4 126.16.64.4
S=SDP seminar

C=IN IP4 MG122.sip.com

T= 2873383747 3847592475

M=audio 9092 RTP/AVP 0 3 4

--unique-boundary-1

Content-Type: application/ISUP: version=nxv3;
Base=etsi121

Content-Disposition: signal;handling=optional

01000100 01001101 00011101 00110110 01101111 00001101 01111101
01101101 10101011 11010111 11101011 00111011 00111010 10101011
01111010 01110001 10101001 11010100 01110101 11101110 11010100
01101101 10101011 11010111 11101011 00111011 00111010 10101011
01111010 01110001 10101001 11010100 01110101 11101110 11010100)

--unigue-boundary-1--
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