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conference-info

® entity URI
e State

® version:



conference- description
e display-text

® Subject
e free-text
e Keywords



URI conf-uris



URI(service-uris)



maximum-user-count



avallable-media



SIP

<?xml version="1.0" encoding="UTF-8"?>
<conference-info
xmlns="urn:ietf:params:xml:ns:conference-info"
entity="sips:conf233@example.com"
state="partial" version="5">
<l--
CONFERENCE INFO
-—>
<conference-description>
<display-text>Weekly Sales Meeting</display-text>
<subject>Agenda: This month's goals</subject>
<free-text>We will start strict on time</free-text>
<keywords>sales meeting weekly</keywords>
<conf-uris>
<entry>
<uri>tel:+18005671234</uri>
<display-text>TTI Bridge</display-text>
<purpose=>participation</purpose>
</entry>
<entry>
<uri>=h323:conf545@h323.example.com</uri>
<purpose=>participation</purpose>
</entry>
<entry>

<uri=>http://real.streaming.com/54634/live.ram</uri>

<purpose>streaming</purpose=>
</entry>

</conf-uris>

<service-uris>
<entry>
<uri>http://sharepoint/salesgroup/</uri>
<purpose>web-page</purpose>
</entry>
<entry>
<uri>http://quicktime.com/54634/recording.mov</uri>
<display-text=>Quicktime</display-text>
<purpose>recording</purpose>
</entry>
</service-uris>
<maximum-user-count>100</maximum-user-count>

<available-media>
<entry label="34567">
<display-text>main audio</display-text>
<type>audio</type>
<status>sendrecv</status>
</entry>
<entry label="34569">
<display-text>main video</display-text>
<type>video</type>
<status=>inactive</status>
</entry>
</available-media>
</conference-description>
<lI--
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conference-state

® user-count
e Active
e L ocked



host-Info

<l--

HOST INFO

o=

<host-info>
<display-text>Sales Host</display-text>
<web-page>http://sharepoint/salesgroup/hosts/</web-page>
<uris>
<entry>

<uri>sip:sales@example.com</uri>

</entry>
</uris>

</host-info>

<l--
CONFERENCE STATE

=

<conference-state>
<user-count>32</user-count>
<active>true</active>
<locked>false</locked>

</conference-state>



users user

®
® entity: URI URI
invalid
<sIp:anonymousX@anonymous.invalid>
e State

delete



e display-text
® assoclated-aors
® Roles

® Languages

® cascaded-focus
e Endpoint

users user
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<l--
USERS
-->
<users=>
<user entity="sip:bob@example.com">
<display-text>=Bob Hoskins</display-text>
<associated-aors>
<entry>
<uri>mailto:bob@example.com</uri>
<display-text>email</display-text>
</entry>
</associated-aors>
<roles>
<entry>participant</entry>
</roles>
<languages>en</languages>



endpoint
e display-text

e Referred
® Status
® joining-method

dialed-in 2.dialed-out 3.focus-owner

® joining-Info



joining-info

e \When
® Reason:



disconnection-method

e Booted bye
e Failed

® Busy ‘BUSY HERE’



disconnection-info

e \When

® Reason
<reason>Reason:
SIP;cause=415;text="Unsupported Media
Type"</reason>



Endpoint

<I--
ENDPOINTS
e
<endpoint entity="sip:bob@pc33.example.com">
<display-text>Bob's Laptop</display-text>
<referred>
<when>2005-03-04T20:00:00Z</when>
<reason>expert required</reason>
<by=>sip:mike@example.com</by>
</referred>
<status>disconnecting</status>
<joining-method>dialed-out</joining-method>
<joining-info>
<when>2005-03-04T20:00:00Z</when>
<reason=>invitation</reason>
<by>sip:mike@example.com</by>
</joining-info>
<disconnection-method>booted</disconnection-method>
<disconnection-info>
<when>2005-03-04T20:00:00Z</when>
<reason>bad voice quality</reason>
<by=>sip:mike@example.com</by>
</disconnection-info>



MEDIA

e display-text MEDIA

e Type MEDAI

e Label ID

® src-id MEDIA

e Status "sendrecv" ““sendonly”?,
““recvonly” ““inactive””



MEDIA

<media id="1">

<display-text>main audio</display-text>
<type>audio</type>
<l|label>34567</label>
<src-1d>432424</src-id>
<status>sendrecv</status>

</media>
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